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Providing multiple ultrasonic frequency
emission zones in the pacametric
loudspeaker to output signals in a M\ 010
frequency band.

Correlating and controlling phase
relationships of the ultrasonic frequency
gmission zones to increase phase
coherence between ¢ach ultrasonic
frequency emission zone to maximize
parametric output, wherein said

controlling and correlating includes "\~ 920
offsetting a frequency of a carrier signal
applied to each emission zone from a
resonant frequency of each emission zone
in view of a rate of change of phase cf
each emission zone in a vicinity of gach
resonant frequency.

Emitting a plurality of parametric
ultrasonic waves from the ultrasonic
frequency emission zones, wherein the M\ 930
correlated phase relationship increases
the parametric output.

FIG. 9
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Providing an ultrasonic frequency
generator configured to gencrate a carrier
signal having a first ultrasonic frequency,

the generator being coupled to at least ["\_~ 1010
two ultrasonic frequency emission zones
of an emitter, each emission zone having
a resonant frequency,

A

Offsetting the first ultrasonic frequency
of the carrier signal from each resonant
frequency in view of a rate of change of
phase of each emission zone in a vicinity |\~ 1020
of said resonant frequencies to produce
an offset carrier signal having an offset
carrier ultrasonic frequency.

i

Modulating the offset carrier signal with
an audio signal having a sonic frequency
to produce a sideband signal having at a
second ultrasonic frequency such that the {\~ 1030
second ultrasonic frequency essentially
differs from the offset carrier ultrasonic
frequency by the sonic frequency.

!

Producing a plurality of parametric
ultrasonic waves from the at least two
ultrasonic emission zones, wherein the
emission zones are driven by an ultrasonic

parametric signal comprising the offset
carrier signal and the sideband signal, the
offset carrier signal enabling an increased
phase coherence between the plurality of
parametric ultrasonic waves resulting in
an increased acoustical amplitude when
the plurality of parametric ultrasonic
waves add together.
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PARAMETRIC LOUDSPEAKER WITH
IMPROVED PHASE CHARACTERISTICS

CROSS-REFERENCE TO RELATED
APPLICATIONS AND CLAIM OF PRIORITY

This is a continuation of U.S. patent application Ser. No.
11/899.410, filed Sep. 4, 2007 now abandoned; which is a
continuation-in-part of U.S. patent application Ser. No.
10/984.343 filed on Nov. 8, 2004 now abandoned; which is a
divisional of U.S. patent application Ser. No. 09/430,801 filed
Oct. 29, 1999, now U.S. Pat. No. 6,850,623, issued Feb. 1,
2005; and is a continuation-in-part of U.S. patent application
Ser. No. 11/065,698, filed Feb. 24, 2005 now abandoned, all
of which are hereby incorporated herein by reference in their
entirety.

BACKGROUND

1. Field of the Invention

This invention relates generally to the field of parametric
loudspeakers.

2. Related Art

Audio reproduction has long been considered a well-de-
veloped technology. Over the decades, sound reproduction
devices have moved from a mechanical needle on a cylinder
or vinyl disk, to analog and digital reproduction using lasers
and many other forms of electronic media. Advanced com-
puters and software now allow complex programming of
signal processing and manipulation of synthesized sounds to
create new dimensions of listening experience, including
applications within movie and home theater systems. Com-
puter generated audio is reaching new heights by creating
sounds that are no longer limited to reality, but extend into the
creative realms of imagination.

Nevertheless, the actual reproduction of sound at the inter-
face of electro-mechanical speakers with the air has remained
substantially the same in principle for almost one hundred
years. Such speaker technology is clearly dominated by
dynamic speakers, which constitute more than 90 percent of
commercial speakers in use today. Indeed, the general class of
audio reproduction devices referred to as dynamic speakers
began with the simple combination of a magnet, voice coil,
and cone, driven by an electronic signal. The magnet and
voice coil convert the variable voltage of the signal to
mechanical displacement, representing a first stage within the
dynamic speaker as a conventional multistage transducer. The
attached cone provides a second stage of impedance match-
ing between the electrical transducer and air envelope sur-
rounding the transducer, enabling transmission of small
vibrations of the voice coil to emerge as expansive compres-
sion waves that can fill an auditorium. Such multistage sys-
tems comprise the current fundamental approach to reproduc-
tion of sound, particularly at high energy levels.

A lesser category of speakers, referred to generally as film
or diaphragmatic transducers, relies on movement of an emit-
ter surface area of film that is typically generated by electro-
static or planar magnetic driver members. Although electro-
static speakers have been an integral part of the audio
community for many decades, their popularity has been quite
limited. Typically, such film emitters are known to be low-
power output devices having limited applications. With a few
exceptions, commercial film transducers have found primary
acceptance as tweeters and other high frequency devices in
which the width of the film emitter is equal to or less than the
propagated wavelength of sound. Attempts to apply larger
film devices have resulted in poor matching of resonant fre-
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2

quencies of the emitter with sound output, as well as a myriad
of mechanical control problems such as maintenance of uni-
form spacing from the stator or driver, uniform application of
electromotive fields, phase matching, frequency equalization,
ete.

As with many well-developed technologies, advances in
the state of the art of sound reproduction have generally been
limited to minor enhancements and improvements within the
basic fields of dynamic and electrostatic systems. Indeed,
substantially all of these improvements operate within the
same fundamental principles that have formed the basics of
well-known audio reproduction. These include the concepts
that (1) sound is generated at a speaker face, (ii) based on
reciprocating movement of a transducer (iii) at frequencies
that directly stimulate the air into the desired audio vibrations.
From this basic concept stems the myriad of speaker solutions
addressing innumerable problems relating to the challenge of
optimizing the transfer of energy from a dense speaker mass
to the almost mass-less air medium that propagates the sound.

A second fundamental principle common to prior art
dynamic and electrostatic transducers is the fact that sound
reproduction is based on a linear mode of operation. In other
words, the physics of conventional sound generation relies on
mathematics that conform to linear relationships between
absorbed energy and the resulting wave propagation in the air
medium. Such characteristics enable predictable processing
of the audio signals, with an expectation that a given energy
input applied to a circuit or signal will yield a corresponding,
proportional output when propagated as a sound wave from
the transducer.

In such conventional systems, maintaining the air medium
in a linear mode is extremely important. If the air is driven
excessively into a nonlinear state, severe distortion occurs
and the audio system is essentially unacceptable. This non-
linearity occurs when the air molecules adjacent the dynamic
speaker cone or emitter diaphragm surface are driven to
excessive energy levels that exceed the ability of the air mol-
ecules to respond in a corresponding manner to speaker
movement. In simple terms, when the air molecules are
unable to match the movement of the speaker so that the
speaker is loading the air with more energy than the air can
dissipate in a linear mode, then a nonlinear response occurs
and leads to severe distortion and speaker inoperability. Con-
ventional sound systems are therefore built to avoid this limi-
tation, ensuring that the speaker transducer operates strictly
within a linear range.

Parametric sound systems, however, represent an anomaly
in audio sound generation. Instead of operating within the
conventional linear mode, parametric sound can only be gen-
erated when the air medium is driven into a nonlinear state.
Within this unique realm of operation, audio sound is not
propagated from the speaker or transducer element. Instead,
the transducer is used to propagate carrier waves of high-
energy, ultrasonic bandwidth beyond human hearing. The
ultrasonic wave functions as the carrier wave, which can be
modulated with audio input that develops sideband charac-
teristics capable of decoupling in air when driven to the non-
linear condition. In this manner, it is the air molecules and not
the speaker transducer that will generate the audio component
of a parametric system. Specifically, it is the sideband com-
ponents of the ultrasonic carrier wave that energizes the air
molecule with audio signals, enabling wave propagation at
audio frequencies.

Another fundamental distinction of a parametric speaker
system from that of conventional audio is that high-energy
transducers as characterized in prior art audio systems do not
appear to provide the necessary energy for effective paramet-
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ric speaker operation. For example, the dominant dynamic
speaker category of conventional audio systems is well
known for its high-energy output. The capability of a cone/
magnet transducer to transfer high-energy levels to surround-
ing air is evident from the fact that virtually all high-power
audio speaker systems currently in use rely on dynamic
speaker devices. In contrast. low output devices such as elec-
trostatic and other diaphragm transducers are virtually unac-
ceptable for high-power requirements. As an example, con-
sider the outdoor audio systems that service large concerts at
stadiums and other outdoor venues. Normally, massive
dynamic speakers are necessary to develop direct audio to
such audiences. To suggest that a low-power film diaphragm
might be applied in this setting would be considered foolish
and impractical.

Whereas conventional audio systems rely on well accepted
acoustic principles of (i) generating audio waves at the face of
the speaker transducer, (i) based on a high-energy output
device such as a dynamic speaker, (iii) while operating in a
linear mode, the present inventors have discovered that just
the opposite design criteria are preferred for parametric appli-
cations. Specifically, effective parametric sound is effectively
generated using (i) a comparatively low-energy emitter, (ii) in
anonlinear mode, (iii) to propagate an ultrasonic carrier wave
with amodulated sideband component that is decoupled in air
(v) at extended distances from the face of the transducer. In
view of these distinctions, it is not surprising that much of the
conventional wisdom developed over decades of research in
conventional audio technology is simply inapplicable to
problems associated with the generation parametric sound.

Historically parametric speakers have not been able to
achieve high performance for multiple reasons, much of
which can be attributed to transducer performance. In the
prior art, devices are disclosed that use piezoelectric bimorph
devices which are also known as piezoelectric benders. The
prior art systems have used clusters of piezoelectric bimorphs
that number anywhere from 500 to over 1400 bimorph units.
The large number of bimorphs is due to the very high ultra-
sonic outputs required for a parametric loudspeaker. The out-
put performance from these bimorph devices has not been
adequate in prior art systems.

Anexample of the prior art is described in the article, “The
audio spotlight: An application of nonlinear interaction of
sound waves to a new type of loudspeaker design.”, by Yon-
eyama and Fujimoto in the Journal of the Acoustical Society
of America, Volume 73, 1983, which is incorporated herein by
reference. Their use of an array of 547 piezo bimorph type
transducers typifies previous and subsequent prior art para-
metric loudspeakers.

As with other prior art parametric loudspeakers, Yoneyama
teaches placing the primary carrier frequency or carrier signal
at the transducer’s resonant frequency which is the frequency
of maximum amplitude for a single transducer. This is the
region ofhighest amplitude and has been presumed to provide
the best performance for an array of transducers. Further,
Yoneyama teaches the mounting of the multiple transducers
allinthe same plane. However, it is believed that such prior art
arrays all suffer from the disproportionate loss of sound pres-
sure level (SPL) with increasing numbers of transducers.
Accordingly, a method for increasing the SPL in parametric
loudspeakers and minimizing disproportionate loss is greatly
desired.

SUMMARY

A method is disclosed for increasing a parametric output of
aparametric loudspeaker system. The method can include the
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operation of providing multiple ultrasonic frequency emis-
sion zones that output signals in a frequency band. The phase
relationships of the ultrasonic frequency emission Zones can
be correlated and controlled to increase phase coherence
between each ultrasonic frequency emission zone to maxi-
mize parametric output. Correlating and controlling the phase
relationships can include offsetting a frequency of a carrier
signal applied to each emission zone from a resonant fre-
quency of each emission zone in view of a rate of change of
phase of each emission zone in a vicinity of each resonant
frequency. Ultrasonic energy from the ultrasonic frequency
emission zones can be generated using the correlated phase
relationship to increase the parametric output.

BRIEF DESCRIPTION OF THE DRAWINGS

Additional features and advantages of the invention will be
apparent from the detailed description which follows, taken
in conjunction with the accompanying drawings, which
together illustrate, by way of example, features of the inven-
tion; and, wherein:

FIG. 1a is a reference diagram for parametric sound pro-
duction;

FIG. 15 is a flow diagram of a conventional audio system;

FIG. 1c1s a flow diagram illustrating the complexities of a
parametric audio system, and defining the terminology of a
parametric audio system;

FIG. 1d illustrates a block diagram of a parametric loud-
speaker and supporting circuitry in accordance with an
embodiment of the present invention;

FIG. 2a shows a diagram of a summation of two in phase
sine waves;

FIG. 2b shows a diagram of a summation of two out-of-
phase sine waves;

FIG. 3 shows the impedance, phase, and amplitude curves
for a typical bimorph transducer with a conventional carrier
frequency point;

FIG. 4 shows the improved phase characteristics obtained
by offsetting the frequency of the carrier signal in accordance
with an embodiment of the present invention,

FIG. 5 shows an example parametric output of the present
invention versus the prior art;

FIG. 6a shows an improved alignment for multiple trans-
ducers using a step configuration in accordance with an
embodiment of the present invention;

FIG. 6b shows an improved alignment for multiple trans-
ducers using a curve in accordance with an embodiment of the
present invention;

FIG. 6¢ shows a frontal view of FIGS. 6a and 65;

FIG. 7a shows the improved alignment of multiple trans-
ducers with a step configuration and an open center in accor-
dance with an embodiment of the present invention;

FIG. 76 shows a frontal view of FIG. 7a;

FIG. 8a shows an illustration of beam focusing in accor-
dance with an embodiment of the present invention;

FIG. 85 shows a diagram of a phased array speaker having
concentric circles in accordance with an embodiment of the
present invention;

FIG. 9 is a flow chart depicting a method for increasing a
parametric output of a parametric loudspeaker system in
accordance with an embodiment of the present invention; and

FIG. 10 is a flow chart depicting a further method for
increasing parametric output of a parametric loudspeaker
system in accordance with an embodiment of the present
invention.

Reference will now be made to the exemplary embodi-
ments illustrated, and specific language will be used herein to
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describe the same. It will nevertheless be understood that no
limitation of the scope of the invention is thereby intended.

DETAILED DESCRIPTION OF EXAMPLE
EMBODIMENTS

Because parametric sound is a developing field, and in
order to identify the distinctions between parametric sound
and conventional audio systems, the following definitions,
along with explanatory diagrams, are provided. While the
following definitions may also be employed in future appli-
cations from the present inventor(s), the definitions are not
meant to retroactively narrow or define past applications or
patents from the present inventor(s), their associates, or
assignees.

FIG. 1a serves the purpose of establishing the meanings
that will be attached to various block diagram shapes in FIGS.
15 and 1¢. The block labeled 100 can represent any electronic
input audio signal. Block 100 will be used whether the audio
signal corresponds to a subsonic signal, sonic signal, ultra-
sonic signal, or a parametric ultrasonic signal. Throughout
this application, any time the word ‘signal’is used, it refers to
an electronic representation of an audio component, as
opposed to an acoustic compression wave.

The block labeled 101 will represent any acoustic com-
pression wave. An acoustic compression wave is propagated
into the air, as opposed to an audio signal, which is in elec-
tronic form. The block 101 representing acoustic compres-
sion waves will be used whether the compression wave cor-
responds to a subsonic wave, sonic wave, ultrasonic wave, or
aparametric wave comprised of two or more waves. Through-
out this application, any time the word ‘wave’is used, it refers
to an acoustic compression wave which is propagated into a
physical medium such as air.

The block labeled 102 will represent any process that
changes or affects the audio signal or wave passing through
the process. The audio passing through the process may either
be an electronic audio signal or an acoustic compression
wave. The process may either be an artificial process, such as
a signal processor or an emitter, or a natural process such as a
transition in an air medium.

The block labeled 103 will represent the actual audible
sound that results from an acoustic compression wave.
Examples of audible sound may be the sound heard in the ear
ofauser, or the sound sensed by a microphone. Audible sound
is produced by acoustic waves produced within the typical
range of human hearing, i.e. 30 Hz to 20,000 Hz.

FIG. 15 is a flow diagram 105 of a conventional audio
system. In a conventional audio system, an audio input signal
106 is supplied which is an electronic representation of the
audio wave to be reproduced. The audio input signal 106 may
optionally pass through an audio signal processor 107. The
audio signal processor is usually limited to linear processing,
such as the amplification of certain frequencies and attenua-
tion of others. The audio signal processor 107 may apply
non-linear processing to the audio input signal 106 in order to
adjust for non-linear distortion that may be directly intro-
duced by the emitter 109. If the audio signal processor 107 is
used, it produces a processed audio signal 108.

The processed audio signal 108 or the audio input signal
106 (if the audio signal processor 107 is not used) is then
emitted from the emitter 109. As previously discussed, con-
ventional sound systems typically employ dynamic speakers
as their emitter source. Dynamic speakers are typically com-
prised of a simple combination of a magnet, voice coil and
cone. The magnet and voice coil convert the variable voltage
of the processed audio signal 108 to mechanical displace-
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ment, representing a first stage within the dynamic speaker as
a conventional multistage transducer. The attached cone pro-
vides a second stage of impedance matching between the
electrical transducer and air envelope surrounding the emitter
109, enabling transmission of small vibrations of the voice
coil to emerge as expansive acoustic audio waves 110. The
acoustic audio waves 110 proceed to travel through the air
111, with the air substantially serving as a linear medium.
Finally, the acoustic audio wave reaches the ear of a listener,
who hears audible sound 112.

FIG. 1¢ is a flow diagram 115 that clearly highlights the
complexity of a parametric sound system as compared to the
conventional audio system of FIG. 15. The parametric sound
system also begins with an audio input signal 116. The audio
input signal 116 may optionally pass through an audio signal
processor 117.

The processed audio signal 118 or the audio input signal
116 (if the audio signal processor 117 is not used) is then
modulated with a primary carrier signal 119 using a modula-
tor 120. The primary carrier signal 119 may be supplied by a
primary signal source. The primary signal source for a para-
metric sound system is typically an ultrasonic signal source.
However, it is also possible to use a sonic signal source.

While the primary carrier signal 119 is normally fixed at a
constant frequency, it is possible to have a primary carrier
signal that varies in frequency. The modulator 120 is config-
ured to produce a parametric signal 121, which is comprised
of a carrier signal, which is normally fixed at a constant
frequency, and at least one sideband signal, wherein the side-
band signal frequencies vary such that the difference between
the sideband signal frequencies and the carrier signal fre-
quency are the same frequency as the audio input signal 116.
The modulator 120 may be configured to produce a paramet-
ric signal 121 that either contains one sideband signal (single
sideband modulation, or SSB), or both upper and lower side-
bands (double sideband modulation, or DSB). Alternatively,
the modulator 120, or a filter used in conjunction with the
modulator, can produce an output having a suppressed carrier
signal, wherein the SSB or DSB signal is substantially the
only output. The SSB or DSB signal output of the modulator
can then be combined with the primary carrier signal 119 to
produce a parametric signal.

The parametric signal 121 may optionally pass through a
parametric signal processor 122. The parametric signal pro-
cessor can be used to amplify or attenuate the sideband and/or
primary carrier signals in the parametric signal. Additional
signal processing may also occur to adjust for non-linear
distortion which may occur at the electro-acoustical emitter
124, the nonlinear medium 126, or when the audio wave
decouples 127. If the parametric signal processor is used, it
produces a processed parametric signal 123.

The processed parametric signal 123 is then emitted from
the electro-acoustical emitter 124, producing a parametric
wave 125 which is propagated into the air or nonlinear
medium 126. The parametric wave 125 is comprised of a
carrier wave and at least one sideband wave. The parametric
ultrasonic wave 125 can drive the air into a substantially
non-linear state. Air is typically linear at lower amplitudes
and frequencies. However, at higher amplitudes and higher
frequencies, air molecules don’t respond in synchronization
with the device producing the waves (i.e. a speaker, trans-
ducer, or emitter) and non-linear effects can occur. The air can
serve as a non-linear medium, wherein acoustic heterodyning
can occur on the parametric wave 125, causing the ultrasonic
carrier wave and the at least one sideband wave to decouple in
airand produce a decoupled audio wave 127 whose frequency
1s the difference between the carrier wave frequency and the
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sideband wave frequencies. Finally, the decoupled audio
wave 127 reaches the ear of a listener, who can hear audible
sound 128. The end goal of parametric audio systems is for
the decoupled audio wave 127 to closely correspond to the
original audio input signal 116, such that the audible sound
128 is ‘pure sound’, or the exact representation of the audio
input signal. However, because of the nature of parametric
loudspeaker technology, including the difficulty of producing
a decoupled audio wave 127 having significant intensity over
a wide band of audio frequencies, attempts to produce ‘pure
sound” with parametric loudspeakers have been limited. The
above process describing parametric audio systems is thus far
substantially known in the prior art.

To produce the greatest output from a parametric loud-
speaker, each ultrasonic emitter is typically designed to out-
put a maximum power. The greatest output from a piezoelec-
tric transducer can usually be obtained by operating the
transducer at its resonant frequency. A resonant frequency is
the frequency at which a device, such as an electro-acoustical
emitter, will vibrate most efficiently. In the case of a piezo-
electric device, it will produce the highest output with the
least amount of voltage applied. As used herein, the resonant
frequency of an electro-acoustical emitter is the frequency at
which the emitter vibrates most efficiently. This is typically
the emitter’s fundamental resonant frequency. However, the
resonant frequency may also be a harmonic of the fundamen-
tal resonant frequency.

FIG. 1d illustrates a design of a simple parametric loud-
speaker system. The parametric speaker 142 includes an
example circuit 146 in which a modulator 150 is coupled to an
ultrasonic frequency generator 154 and an audio input 158.
The audio input can be received from an external audio source
130. The external audio source can include a digital audio
source, an analog audio source, a pre-recorded audio source,
or a live audio source such as a microphone. The ultrasonic
frequency generator 154 can produce a primary carrier signal
f, 159. The modulator 150 operates to produce a sideband
signal f, 157 having a frequency difference from the primary
carrier signal 159 such that the frequency of the modulated
output, or sideband signal f, 157, comprises the sum or dif-
ference of the frequencies of the audio input signal 158 and
the primary carrier signal f; 159. The primary carrier and
sideband signals can be combined 161 to produce an ultra-
sonic parametric signal 162 such that the audio input signal
158 can be decoupled from the ultrasonic parametric signal
162 when the parametric signal is produced within a nonlin-
ear medium such as air.

For example, the audio input signal 158 can be a 5 kHz
audio signal. The ultrasonic frequency generator 154 can
produce a 40 kHz primary cartier signal, f; 159. The audio
signal and the primary carrier signal 159 can be modulated, or
sent through a nonlinear circuit such as a single sideband
mixer 150. The single sideband mixer 150 can be configured
to output a sideband that is either a sum, 45 kHz, or a differ-
ence, 35 kHz, of the primary carrier and audio signals. In this
example it will be assumed that the mixer will output the sum,
45kHz. Signal processing can then be applied to the sideband
output of the single sideband mixer, f, 161. The sideband f,
161 can then be combined 157 with the primary carrier signal
159 f, to create an ultrasonic parametric signal 162 compris-
ing both the 45 kHz sideband signal output from the mixer
and the 40 kHz primary carrier signal. The ultrasonic para-
metric signal 162 can then be emitted by the parametric
speaker 142 into a nonlinear medium such as air. The ultra-
sonic parametric signal 162 can be emitted as a plurality of
ultrasonic parametric waves at a power level sufficient to
drive the medium into nonlinearity. The nonlinear medium of
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air can operate to create sum and difference frequencies for
the waves comprising the ultrasonic paranietric waves. In this
example, the nonlinear medium of air can cause a sum signal
of the 45 kHz sideband waves and the 40 kHz primary carrier
waves to create a plurality of 85 kHz sum waves. Similarly,
difference waves can be created at an audio frequency of 5
kHz. The 85 kHz sum waves are well beyond the human
hearing range of 20 kHz and will not be perceived by a
listener. Thus, the 5 kHz audio waves will be the only fre-
quency perceived by the listener.

In the embodiment illustrated in FIG. 1d, the audio input
158 can vary in amplitude and frequency to enable the para-
metric loudspeaker 142 to emit an ultrasonic parametric sig-
nal 162 which can decouple in air to produce varying audio
signals such as voice, music, or other sounds. The varying
audio input 158 can be modulated 150 onto the primary
carrier signal f; 159 to produce a sideband signal f, 161 in a
modulated output. The modulated output can be filtered to
provide a single sideband output comprising the sum or dif-
ference of the ultrasonic signal and the sonic input 158. The
sideband signal f, 161 can vary in frequency at the same rate
as the audio input 158. The primary carrier f; and sideband £,
signals can then be combined 161 to create the ultrasonic
parametric signal 162, which can be emitted by the paramet-
ric speaker 142. The primary carrier signal f; 159 can be
substantially static, staying substantially the same at a prede-
termined set frequency. When the ultrasonic parametric sig-
nal 162 is emitted to the air at a sufficient power and fre-
quency, the nonlinear effects of air can cause the sum and
difference of f; and f, to be produced. Thus, as f, 157 varies,
the difference between the two frequencies will vary. The
varying difference can result in a substantial reproduction of
the original varying audio input 158 within the medium of air.

FIG. 1d also identifies an ultrasonic emitter component 166
ofthe parametric loudspeaker 142. This component 166 com-
prises at least one electro-acoustical emitter 170 coupled to
the modulator 150 that is aligned for transmission with a
directional orientation of a housing (not shown) which is
orthogonal to the center 144. Each emitter 170 may be a
transducer or other means for generating an ultrasonic pri-
mary carrier signal in accordance with parametric technol-
ogy.

The specific emitters 170 shown in this embodiment com-
ptise a set of bimorph transducers which form a perimeter for
the outside of the horn emitter end 174. The perimeter of FIG.
1dis configured in a circular shape, but may be in other shapes
such as a rectangular shape 168. Any ultrasonic emitter may
be used which enables generation of parametric sound. The
actual number of emitters 170 will depend upon power
requirements and the physical dimensions of the loudspeaker
housing in which the emitters are enclosed. The ultrasonic
signal emitter may also be accomplished using piezoelectric
film, as will be discussed more fully below.

As shown in FIG. 1d, multiple emitters can be useful in
increasing the volume, or sound pressure level (SPL) of a
parametric loudspeaker. However, individual ultrasonic
transducers are typically limited in the amount of SPL they
can produce. To obtain maximum power, ultrasonic transduc-
ers have usually been driven at their fundamental resonant
frequency, the frequency at which maximum output and elec-
trical efficiency typically occur in an ultrasonic transducer.
Further increases in SPL can be obtained by increasing the
number of transducers in a loudspeaker. However, it has been
discovered that driving the transducers at their fundamental
resonant frequency can produce undesirable results due to a
wide phase variance inherent in ultrasonic transducers driven
at their resonant frequency.
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When individual transducers are substantially in phase, the
ultrasonic waves generated by the transducers will add pro-
portionally as illustrated in FIG. 2a. For example, a plurality
of substantially in phase waves 200, represented by sine
waves and comprising a first ultrasonic wave 202 emitted by
afirst transducer and a second ultrasonic wave 204 emitted by
a second transducer, will add proportionately, as shown in
FIG. 2a. At a phase of 90°, the point of maximum amplitude
of the waves, each wave has an amplitude of 1. The first and
second waves will add proportionally to produce an ampli-
tude of 2 at 90°. At a phase of 180° the waves have an
amplitude of 0. The first and second waves will add at 180° to
produce an amplitude of 0. At a phase of 270° the waves will
add to produce an amplitude of -2. Finally, at a phase of 360°
the waves will add to produce an amplitude of 0. Thus, the
first ultrasonic wave and second ultrasonic wave will add to
produce a sum wave 222 having a sum of the amplitudes of
the two waves.

A plurality of out-of-phase waves 250, however, will not
add proportionately, as shown in FIG. 2b. At 90° the first
ultrasonic wave 252 has an amplitude of 1. The second ultra-
sonic wave 254, which is approximately 30° out-of-phase
with the first ultrasonic wave, will have an amplitude of 0.87.
Thus, the sum of the waves at 90° will be about 1.87 in this
example. The out-of-phase sum wave 272 will actually peak
at a phase of about 105° relative to the first wave with an
amplitude of 1.93. At 180° the sum wave will have an ampli-
tude of about 0.5. At 270° the sum wave will have an ampli-
tude of approximately -1.87, and at 360° the amplitude will
be about -0.5. Thus, the out-of-phase sum wave will have an
overall amplitude lower than the sum of the maximum ampli-
tude of the first and second waves if they had been in phase.

The output performance from parametric loudspeakers
comprising multiple transducers has not been adequate in
prior art systems due to such phase discrepancies. The overall
amplitude of a parametric loudspeaker having a plurality of
transducers with an ultrasonic parametric signal used to drive
each transducer at its resonant frequency typically has an
output power which is substantially less than the theoretical
amplitude. The decreased amplitude is caused by a wide
variance in phase between the multiple transducers. Adding
more out-of-phase transducers can actually cause the output
per transducer of a parametric loudspeaker to decrease due to
the increased number of out-of-phase waves which sum
together to produce the overall output amplitude.

FIG. 3 shows the performance curves for a selected piezo-
electric bimorph transducer used for a parametric loud-
speaker. The phase response is represented by curve 310. The
amplitude curve 320 and the impedance curve 330 are also
shown on the phase diagram to demonstrate their respective
frequency responses relative to the phase curve. The resonant
frequency of the device occurs at the peak 340 of the ampli-
tude curve 320. In conventional parametric speaker design, it
is important to have the maximum carrier output because this
in turn generates the maximum audio output, as previously
discussed. To produce the maximum carrier output, the car-
rier signal is set at the frequency at which the transducer
produces maximum power, peak 340 in the present example.
This is the preferred frequency to set the carrier signal as
taught in the prior art.

However, conventional design research has not looked at
the phase variance of transducers as compared to a transduc-
er’s resonant frequency. Point 311 on the phase curve 310 is
also at the resonant frequency, which is the same frequency as
the maximum amplitude 340. As can be seen, phase point 311
is at the steepest phase transition point on the phase curve 310.
This is typically not a problem when using a single device.
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When multiple transducers are used, however, the steep
phase transitions can cause dramatic phase differences
between any two transducers operating at the same frequency.
This is due to phase matching errors which can be caused by
physical and electrical variations from device to device.

Bimorph transducers can be useful in parametric speakers
due to their ability to actuate a relatively large distance. In a
parametric speaker having ultrasonic emitters comprised of
bimorph transducers, each individual transducer can have a
relatively large ultrasonic output. Even though using multiple
bimorph transducers appears to be a good choice for a para-
metric speaker, the phase relationships of each separate
bimorph transducer can be such that the total ultrasonic out-
put of a plurality of the transducers do not add up to the
amount predicted by the theoretical summing of all the
devices. This can be due to a wide variance in phase between
the multiple transducers, as previously discussed. This lack of
phase matching can result in reduced audio amplitude over
that which is predicted by theoretically summing the output
of all the individual devices. These same phase discrepancies
can also cause unintentional beam steering which can further
reduce output and directivity.

Of course, the use of multiple ultrasonic emitters is most
often required by a parametric loudspeaker to produce
acceptable volumes. Accordingly, these steep phase transi-
tions cause dramatic phase differences between any two emit-
ters which have even a relatively small variation in frequency.
Each ultrasonic emitter can have slight variations from manu-
facturing conditions, material variations, minor defects, and
other uncontrollable variables. Even two emitters which are
engineered to be tuned to the same frequency can actually
have some variation in the actual frequency they produce.
These variations are exaggerated when the carrier frequency
is set at the amplitude maximum 340, because of the carrier
frequency’s relationship to the emitter’s phase 310. In other
words, a small frequency variation in the emitter produces a
large phase change when the carrier signal’s frequency is set
at the amplitude maximum.

As shown in FIG. 4, the current invention moves the fre-
quency of the carrier signal to the lower amplitude area 442
where the corresponding phase response area of the curve 441
is relatively flat as compared to point 311. The carrier fre-
quency change reduces the significant phase differences
between devices operating at essentially the same frequency.
This phase selection is effective for increasing the maximum
audio output as long as the carrier frequency is set within the
approximate range of the window 442. The preferred range
for the window is determined by adding 1% to 5% of the
maximum resonant frequency 340 to that maximum fre-
quency. It should be noted that the window for the carrier
frequency could be greater than 5%, but if the window
becomes too large then the carrier frequency setting can have
the same problems because it can enter another area of rapid
phase change. One frequency amount that can be added to the
carrier frequency can be between approximately 400 Hertz to
2000 Hertz. The offset may be greater than 2000 Hertz, if the
point at which the carrier frequency is set has a low rate of
phase change. The preferred phase change is less than 20
degrees for a corresponding 2 percent change in frequency.
While this is the preferred range, a functional amount of
phase shift can be a shift of between 10 to 40 degrees for each
2Y4 percent change in the frequency of the carrier signal.

Moving the carrier signal to a frequency which produces a
lower amplitude is a surprising change because it means that
the carrier signal is not at maximum output. It is very impor-
tant to note that this adjustment to the frequency of the carrier
signal actually reduces the maximum output of the individual
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transducers. So, it is, in fact, counterintuitive to reduce the
frequency of the carrier signal because the maximum output
is anticipated to be decreased. What actually happens, how-
ever, is quite the opposite. The overall output of the group of
transducers can be increased when driven at a frequency that
is 1% to 5% different than the resonant frequency. This is
surprising since the output from the carrier signal has been
reduced. Rather than reducing the overall output, the SPL
from the collective ultrasonic transducers can actually be
increased. The reason for this advantage is the relative phase
coherence of the transducers is substantially increased by
moving the carrier signal to an operating frequency having a
flatter phase response.

This system of moving the frequency of the carrier signal
as described above is also effectively used with double side-
band signals and similarly well known signal configurations.
An alternative embodiment of the speaker can use a single
sideband signal or a truncated double sideband signal. Refer-
ring again to FIG. 4, when a single sideband signal is used the
frequency of the carrier signal can be set to operate on the
lower frequency side of the amplitude curve 320. For a single
sideband signal, the carrier frequency can be set at approxi-
mately point 443 which corresponds to point 444 on phase
curve 310. The advantage of setting the carrier frequency at
approximately point 443 is that it corresponds to an area of the
phase curve 310 which has a lower rate of change. It can be
seen that the phase curve 310 is flatter in the area of point 444,
which is similar to the window area 442. A window of opti-
mum phase response and output can also be setup around
point 443 which can have a similar but slightly smaller width
than the window 442. In this case, a window is determined
around point 443 by subtracting 3%-5% of the amount of the
maximum resonant frequency 340 from the maximum reso-
nant frequency.

FIG. 5 shows a table comparing the parametric output of
bimorphs which are conventionally phased and bimorphs
which have improved phase characteristics. The first line of
the table depicts a single piezoelectric bimorph which deliv-
ers 120dB of ultrasonic output and 50 dB of audio output. The
parametric output is the audible sound which is decoupled
from the ultrasonic output in the nonlinear medium of air.
Because of the phase problems stated above, the expected
cumulative performance does not translate proportionally to
multiple devices because each device may have a slightly
different resonant frequency. The fourth line in the table
shows that the theoretical ideal summed output of 100 of the
same devices is shown to be 140 dB of ultrasonic output and
90 dB of parametric output. The second entry in the table
shows that a transducer array, which does not use phase
optimization, delivers 134 dB of ultrasonic output and 78 dB
of parametric output. Thisisa 6 dB and a 12 dB loss compared
to the theoretical output for 100 devices.

Line 3 of the table shows 100 transducers which use the
optimized phase configuration of the present invention. A
phase optimized system with the current invention’s tech-
niques delivers 139 dB of ultrasonic output and 88 dB of
parametric output. This is a significant improvement over the
prior art and approaches the theoretically lossless ideal.

Emitters used for a parametric speaker may also be opti-
mized to reduce the phase shift between separate devices by
using an optimal physical arrangement. An effective arrange-
ment is to arrange the emitters in a somewhat curved arrange-
ment so that the output from each transducer is directed to the
same spatial point. FIG. 6a shows a side view of a parametric
speaker constructed such that individual emitters 651 are
mounted on a stepped plate 650. The emitters can face sub-
stantially forward with all faces substantially directed toward
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a common predetermined point 653 to provide equal length
paths 652 to the point 653. Because the length of the paths will
be equal, each of the ultrasonic wavefronts which reach the
point can have substantially the same phase. In contrast, when
a group of emitters is mounted on a planar surface some
emitters have a longer distance to travel to anindividual point.

Differences in distance can cause the waves to be phase
shifted, or out-of-phase relative to a point from the parametric
speaker. This is especially noticeable with an ultrasonic sys-
tem because the original wavelengths are relatively short
when compared to a conventional audio system. At 40kHz, an
ultrasonic signal has a wavelength of approximately one third
of an inch. Even a small difference in path length between
emitters can cause significant phase differences which can
cause the addition of outputs to be significantly decreased and
preduce a lesser output.

Another problem which exists if the emitters are different
distances from the target point is that phase shifting may
cause beam steering which can be heard by a listener. It
should also be apparent from this disclosure that some other
mounting means could be used to configure the emitters and
avoid unwanted phase shift distortion. For example, the ultra-
sonic emitters could be affixed together with an adhesive in a
non-planar manner or attached to a pronged device with a
different prong length for each transducer.

FIG. 65 shows a side view of a parametric speaker con-
structed with the individual ultrasonic emitters 662 mounted
ona curved concave plate 660 or base and facing substantially
inward with all of the faces 664 angled to provide equal length
paths 667 to a predetermined distance point 668. It should
also be realized that a convex plate can be used to disperse the
parametric output. FIG. 6¢ is a frontal view of FIGS. 6a and
64 showing the individual transducers 672 mounted on back
plate 670. The predetermined distance point 668 should be far
enough away from the transducers to allow for the parametric
interaction to take place. The minimum effective distance that
the emitters should be focused for is 0.33 meters. It is pre-
ferred that the distance point 668 be between 0.33 meters and
3 meters from the emitters. This is because a person listening
to the speakers will be at approximately 0.33 meters to 3
meters. Of course, the distance used could also be slightly less
or somewhat greater.

The parametric device illustrated in FIG. 7a has a similar
construction to FIG. 6a but with an open section in the middle
780 allowing the multiple ultrasonic emitters 782 to form an
open ring, similar to the parametric ring emitter 166 shown in
FIG. 1d. The individual emitters 782 are mounted on stepped
plate 784 and face substantially forward with all faces 786
substantially parallel to provide equal length paths 788 to a
predetermined spatial point 790. FIG. 75 is a frontal view of
the device in FIG. 7a showing individual emitters 782
mounted on back plate 784 with an open center 780 allowing
the emitters to form an open ring structure. This configuration
has the same advantage as FIGS. 6a-6¢ because it creates
equal path lengths to a point. Another distinct advantage of
the configuration shown in FIG. 7a is that it can produce 80%
t0 90% as much output as a speaker which has an active center
area. The configuration shown in FIG. 7a, however, can have
40 to 50% fewer bimorph transducers as compared to a ring
with an active center area, with only a 10% to 20% decrease
in output. The actual output depends on the size of the ring
and size of the open center portion.

The present invention can also be realized using a single
emitter comprising an emitter film. Various types of film may
be used as the emitter film. The important criteria are that the
film be capable of responding to an applied electrical signal to
constrict and extend in a manner that reproduces an ultrasonic
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output corresponding to the signal content. Although piezo-
electric materials are the primary materials that supply these
design elements, new polymers are being developed that are
technically not piezoelectric in nature. Nevertheless, the
polvmers are electrically sensitive and mechanically respon-
sive in a manner similar to the traditional piezoelectric com-
positions. Accordingly, it should be understood that reference
to piezoelectric films in this application is intended to extend
to any suitable film that is both electrically sensitive and
mechanically responsive (ESMR) so that ultrasonic waves
can be realized from the subject transducer.

A parametric loudspeaker with improved phase character-
istics can be realized using at least two electro-acoustical
emitters. The electro-acoustical emitters can comprise two or
more transducers, or a single emitter film having two or more
emission zones. As used herein, emission zone can include an
ultrasonic transducer or a portion of an emitter film driven at
an ultrasonic frequency. Each emission zone on the emitter
film can be driven independently with an electrical connec-
tion coupled to each emission zone. Emission zones can be
driven at a frequency offset from the film’s resonant fre-
quency, where the slope of the phase is relatively flat when
compared to the slope of the phase at the emitter film’s reso-
nant frequency. Parametric loudspeakers having a plurality of
electro-acoustical emitters which are driven at a frequency
offset from the resonant frequency can have a flattened phase
response.

The flattened phase response can enable more accurate
control of phased arrays. Phased arrays of transducers or
emission zones can be created to electronically focus or steer
the audio output. A parametric phased array typically com-
prises a parametric speaker having one or more groups of
electro-acoustical emitters which are out-of-phase with other
groups of electro-acoustical emitters. By controlling the
phase of the different groups of emitters, an increased amount
of the parametric loudspeaker output can be directed to a
predetermined location.

A simple example of beam focusing is shown in F1G. 8a. A
center emission zone 864 can emit sound waves, or wave-
fronts 870 represented by parabolic lines, into the surround-
ing medium. Similarly, the outer emission zones 866 emit
sound waves into the surrounding medivm. The sound waves
from each of the emission zones interact, resulting in waves
adding and subtracting, as was discussed previously in FIGS.
2 and 3. The waves can add or subtract depending upon each
of the interacting wave’s phase. If the waves are in phase they
can add to create a larger wave. If the waves are out-of-phase
with one another, they can subtract, resulting in the creation of
a smaller wave, or a wave having a smaller amplitude. In the
present example the waves are shown to add when the wave-
fronts 870 cross.

By controlling the phase of the waves as they are emitted
from each of the emission zones 864 and 866, the locations
where the waves add and subtract can be controlled. In the
present example, the phase of the emission zones can be
adjusted so that the waves will add constructively at a focus
point 860. The center path length 865 between the center
emission zone 864 and the focus point can be determined. The
center emission zone can be configured to emit sound waves
starting at a predetermined phase, such as zero degrees. The
outer path length 868 from the outer emission zones 866 to the
focus point can then be determined. The difference in path
length can be compensated for by physically moving the
emitter source so that the phases match, or by electronically
altering the phase of the sound waves emitted from the outer
emitters with respect to the sound waves emitted by the center
emission zone.
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For example, the difference in path length between the
center path length 865 and the outer path lengths 868 may be
three inches. Thus, the sound waves emitted from the outer
emission zones 866 will have to travel three inches farther
than the sound waves from the center emission zone 8§64. The
wavelength of sound can be determined according to the
equation:

wherein A is the wavelength of the sound, V. is the velocity
of sound in air, and f is the frequency of the sound. At sea
level, the velocity of sound in air is approximately 1130 feet
per second. Thus, for sound waves produced at a frequency of
2,260 Hz, the wavelength of the sound is 0.5 feet, or six
inches. As shown in FIG. 2, a full wave consists of a wave
varying in phase from 0 degrees to 360 degrees. Thus, by
offsetting the outer path length by a phase of half a wave-
length, or 180 degrees, the extra three inch path length trav-
eled by the sound waves emitted from the outer emission
zones is compensated for, allowing sound from all three emis-
sion zones to reach the focal point when the sound waves are
in phase. The in phase waves can add, or constructively inter-
fere, at the desired focal point 860. Similarly, the desired focal
point can be moved to a different location by adjusting the
phase of the emission zones. Moving the desired focal point
where the waves constructively interfere by electrically
changing the phase of one or more of the emission zones is
often referred to as beam steering.

An example of a parametric transducer, as illustrated in
FIG. 85, will now be provided. This example transducer is
designed to create a focalizing area at 36 inches from the front
surface of the transducer, using a carrier signal having a
frequency of 46 kHz. An ESMR film can be mounted ona 14"
square support member. The ESMR film comprises a plural-
ity of emission zones which have radii of 2.3" (inner circle),
4" 5.16", 6.1", 6.9", and 7.68" respectively (extending into
the corners of the support member, and being cut off on the
edges). To achieve maximum output and focus at the 36 inch
distance, the emission zones are phased such that the center
portion and each odd numbered section/ring are at zero phase
reference and each even ordered section/ring is operated 180
degrees out-of-phase compared to the zero phase reference.

The emission zones of the parametric speaker shown in
FIG. 856 may be comprised of a variety of emitter types. For
example, two or more parametric ring emitters, as shown in
FIG. 1d, each with a plurality of bimorph transducers, can be
configured as a phased array emitting parametric ultrasonic
waves. As above, odd and even numbered rings can be 180
degrees out-of-phase compared to a zero phase reference.

All the adjacent isolated emission zones can be positioned
on a single plane, as shown in FIG. 85. The emission zone
854d can be set at 0° phase, emission zone 854c can be set at
90° phase, and emission zone 8544 can be set at 180° phase,
emission zone 854a can be set at 270° phase, and assuming
there was an additional concentric emission zone on the exte-
rior of the emitter 850, it would be set at 360° phase (or 0°
phase). Because the phase increments are only 90° in the
present example, instead of the 180° increments in the previ-
ous example, the sizes of each emission zone will have to be
adjusted in order to ensure that the majority of the parametric
ultrasonic waves emitted from the emission zones will still
arrive at the focalizing area within 90° of one another.
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Another aspect of the present invention provides a method
for increasing a parametric output of a parametric loud-
speaker system, as illustrated in F1G. 9. The method includes
the operation of providing multiple ultrasonic frequency
emission zones in the parametric loudspeaker to output sig-
nals in a frequency band, as shown in block 910. The multiple
electro-acoustical emitters can comprise multiple transduc-
ers. In one embodiment, piezoelectric transducers, such as
bimorph transducers can be used. The multiple electro-acous-
tical emitters may also comprise ESMR films, such as piezo-
electric film.

A further operation involves correlating and controlling
phase relationships of the ultrasonic frequency emission
zones to increase phase coherence between each ultrasonic
frequency emission zone to maximize parametric output,
wherein said controlling and correlating includes offsetting a
frequency of a carrier signal applied to each emission zone
from a resonant frequency of each emission zone in view of a
rate of change of phase of each emission zone in a vicinity of
each resonant frequency, as shown in block 920. As previ-
ously discussed, offsetting the frequency of the carrier signal
from the resonant frequency of each electro-acoustical emit-
ter can produce a flatter phase characteristic, in which the
change in phase per change in frequency has a reduced slope.
By reducing the slope, the electro-acoustical emitters can
have phases that are more closely aligned. Another operation
includes emitting a plurality of parametric ultrasonic waves
from the ultrasonic frequency emission zones, wherein the
correlated phase relationship increases the parametric output,
as shown in block 930.

A further aspect of the invention provides an additional
method for increasing a parametric output of a parametric
loudspeaker system, as illustrated in the block diagram of
FIG. 10. The method includes the operation of providing an
ultrasonic frequency generator configured to generate a car-
rier signal having a first ultrasonic frequency, the generator
being coupled to at least two ultrasonic frequency emission
zones of an emitter, each emission zone having a resonant
frequency, as shown in block 1010. Another operation
includes offsetting the first ultrasonic frequency of the carrier
signal from each resonant frequency in view of a rate of
change of phase of each emission zone in a vicinity of said
resonant frequencies to produce an offset carrier signal hav-
ing an offset carrier ultrasonic frequency, as shown in block
1020. The carrier signal is offset from the resonant frequency
to provide a lower rate of change of phase in order to increase
the phase coherence of the electro-acoustical emitters.

A further operation involves modulating the offset carrier
signal with an audio signal having a sonic frequency to pro-
duce a sideband signal having at a second ultrasonic fre-
quency such that the second ultrasonic frequency essentially
differs from the offset carrier ultrasonic frequency by the
sonic frequency, as shown in block 1030. Another operation
involves producing a plurality of parametric ultrasonic waves
from the at least two ultrasonic emission zones, wherein the
emission zones are driven by an ultrasonic parametric signal
comprising the offset carrier signal and the sideband signal,
the offset carrier signal enabling an increased phase coher-
ence between the plurality of parametric ultrasonic waves
resulting in an increased acoustical amplitude when the plu-
rality of parametric ultrasonic waves add together, as shown
in block 1040. The combined parametric output of the emit-
ters can be increased due to the increase in phase coherence
between the electro-acoustical emitters.

In summary, parametric loudspeakers can enable the pro-
duction of directional sound. Multiple electro-acoustical
emitters can be used to increase the sound pressure level
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produced by a parametric loudspeaker. To achieve the maxi-
mum sound pressure level from a parametric loudspeaker, the
frequency of the carrier signal at which each electro-acousti-
cal emitter operates can be offset from the electro-acoustical
emitter’s resonant frequency. Counterintuitively, offsetting
the carrier frequency reduces the efficiency and output of each
individual electro-acoustical emitter, but it can increase the
overall sound pressure level produced by multiple devices.
This is due to a flatter phase response from each electro-
acoustical emitter when it is driven at a frequency offset from
the resonant frequency. The flatter phase response allows the
multiple electro-acoustical emitter outputs to sum together
and produce an overall greater output, despite the decreased
individual output. The physical placement of each individual
electro-acoustical emitter in a parametric loudspeaker can
also help to ensure that the multiple outputs will be substan-
tially in phase at a predetermined area. Offsetting the carrier
frequency and arranging the parametric ultrasonic devices
can also allow phased arrays to be more efficient, as the phase
of each electro-acoustical emitter can be more accurately
controlled. The multiple electro-acoustical emitters can com-
prise a plurality of individual ultrasonic transducers or a
single emitter film driven at a plurality of ultrasonic emission
ZOnes.
It is to be understood that the above-referenced arrange-
ments are illustrative of the application for the principles of
the present invention. Numerous modifications and alterna-
tive arrangements can be devised without departing from the
spirit and scope of the present invention while the present
invention has been shown in the drawings and described
above in connection with the exemplary embodiments(s) of
the invention. It will be apparent to those of ordinary skill in
the art that numerous modifications can be made without
departing from the principles and concepts of the invention as
set forth in the examples.
What is claimed is:
1. A parametric loudspeaker system, comprising:
an electronic modulator, adapted to receive audio signals,
wherein the electronic modulator generates a carrier
signal to be modulated with the audio signals to produce
a modulated signal; and

at least one electro-acoustical emitter having at least two
ultrasonic frequency emission zones coupled to the elec-
tronic modulator to reproduce the modulated signal, the
at least two ultrasonic frequency emission Zones each
having at least one resonant frequency, wherein a center
frequency of the carrier signal is offset from each at least
one resonant frequency in view of a rate of change of
phase of each emission zone in a vicinity of each at least
one resonant frequency in order to increase a phase
coherence and combined parametric output of said emis-
sion zones.

2. The parametric loudspeaker system as defined in claim 1
wherein the carrier signal is centered at a frequency where a
rate of phase change for an ultrasonic frequency emission
zone is less than 40 degrees phase shift for each 2% percent
shift in frequency.

3. The parametric loudspeaker system as defined in claim 1
wherein the carrier signal is centered at a frequency that is
divergent from the at least one resonant frequency of each
ultrasonic frequency emission zones by 1% to 3%.

4. A parametric loudspeaker system, comprising;

an ultrasonic frequency generator configured to produce a

carrier signal having a first ultrasonic frequency;

a modulator coupled to the ultrasonic frequency generator

and configured to modulate an audio signal centered at a
sonic frequency with the carrier signal to produce a
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sideband signal centered at a second ultrasonic fre-
quency so that the second ultrasonic frequency differs
from the first ultrasonic frequency by the sonic fre-
quency; and

an emitter having at least two ultrasonic frequency emis-

sion zones, each emission zone coupled to the modulator
and ultrasonic frequency generator, the at least two ultra-
sonic frequency emission zones having a resonant fre-
quency and configured to produce a plurality of ultra-
sonic parametric waves driven by an ultrasonic
parametric signal comprising the carrier signal and the
sideband signal, wherein the first ultrasonic frequency of
the carrier signal is offset from the resonant frequency of
the at least two ultrasonic frequency emission zones in
view of a rate of change of phase of each ultrasonic
frequency emission zone in a vicinity of the resonant
frequency of each ultrasonic frequency emission zone in
order to increase a phase coherence and combined para-
metric output of said ultrasonic frequency emission
Z0nes.

5. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from a fundamental resonant frequency of each ultrasonic
frequency emission zone.

6. The parametric loudspeaker system of claim 5, wherein
the first ultrasonic frequency of the carrier signal is offset
from a harmonic of the fundamental resonant frequency of
each ultrasonic frequency emission zone.

7. The parametric loudspeaker system of claim 1, wherein
the at least two ultrasonic frequency emission zones comprise
at least two piezoelectric transducers.

8. The parametric loudspeaker system of claim 1, wherein
the atleast two ultrasonic frequency emission zones comprise
one or more electrically sensitive and mechanically respon-
sive (ESMR) film.

9. The parametric loudspeaker system of claim 8, wherein
the one or more ESMR films is comprised of a piezoelectric
film.

10. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by a frequency of at least 1% of the first
ultrasonic frequency.

11. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by a frequency of 1% to 3% of the first ultra-
sonic frequency.

12. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by a frequency of 2% to 4% of the first ultra-
sonic frequency.

13. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by up to 5% of the first ultrasonic frequency.

14. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by at least 400 Hertz.

15. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
from the resonant frequency of each ultrasonic frequency
emission zone by up to 2000 Hertz.

16. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is offset
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from the resonant frequency of each ultrasonic frequency
emission zone by 400 Hertz to 2000 Hertz.

17. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is placed at
a frequency where a rate of phase change for an ultrasonic
frequency emission zone is less than 40 degrees phase shift
for each 2Y2 percent shift in frequency.

18. The parametric loudspeaker system of claim 17,
wherein the ultrasonic frequency emission zone is a bimorph
transducer.

19. The parametric loudspeaker system of claim 17,
wherein the ultrasonic frequency emission zone is an ESMR
film.

20. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is placed at
a frequency where a rate of phase change for an ultrasonic
frequency emission zone is less than 20 degrees phase shift
for each 2V percent shift in frequency of the first ultrasonic
frequency.

21. The parametric loudspeaker system of claim 20,
wherein the ultrasonic frequency emission zone is a bimorph
transducer.

22. The parametric loudspeaker system of claim 20,
wherein the ultrasonic frequency emission zone is an ESMR
film.

23. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is placed at
a frequency where a rate of phase change for an ultrasonic
frequency emission zone is between 10 degrees to 40 degrees
phase shift for each 232 percent shift in frequency.

24. The parametric loudspeaker system of claim 23,
wherein the ultrasonic frequency emission zone is a bimorph
transducer.

25. The parametric loudspeaker system of claim 23,
wherein the ultrasonic frequency emission zone is an ESMR
film.

26. The parametric loudspeaker system of claim 1, wherein
the first ultrasonic frequency of the carrier signal is placed at
a frequency where a rate of phase change for an ultrasonic
frequency emission zone is less than 40 degrees phase shift
for each 2Y% percent shift in frequency.

27. The parametric loudspeaker system of claim 26,
wherein the ultrasonic frequency emission zone is a bimorph
transducer.

28. The parametric loudspeaker system of claim 26,
wherein the ultrasonic frequency emission zone is an ESMR
film.

29. The parametric loudspeaker system of claim 1, further
comprising two or more groups of ultrasonic frequency emis-
sion zones, wherein each group comprises a plurality of ultra-
sonic frequency emission zones, wherein each group is con-
figured to be out-of-phase with remaining groups by a
predetermined amount.

30. The parametric loudspeaker system of claim 29,
wherein each group is arranged in a ring configuration.

31. The parametric loudspeaker system of claim 29,
wherein each group is arranged in a concentric ring configu-
ration having two or more concentric rings.

32. The parametric loudspeaker system of claim 31,
wherein each concentric ring is placed on a substantially
similar plane.

33. The parametric loudspeaker system of claim 31,
wherein the concentric rings are divided into a first group and
a second group, with the first and second group approxi-
mately 180 degrees out-of-phase.

34. The parametric loudspeaker system of claim 1, further
comprising;
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anon-planar base; and

at least two ultrasonic frequency emission zones mounted
on the non-planar base, wherein the at least two ultra-
sonic frequency emission zones are individually aligned
substantially equidistant to a point located both forward
from and centered on the non-planar base.

35. The parametric loudspeaker system of claim 34,
wherein the point located both forward from and centered on
the non-planar base is at a distance of greater than 0.33
meters.

36. The parametric loudspeaker system of claim 34,
wherein the point located both forward from and centered on
the non-planar base 1s at a distance of less than 3.0 meters.

37. The parametric loudspeaker system of claim 34,
wherein the point located both forward from and centered on
the non-planar base is at a distance between 0.33 to 3.0
meters.

38. The parametric loudspeaker system of claim 1, further
comprising:

a non-planar base; and

an array of ultrasonic frequency emission zones mounted

on the non-planar base, wherein the array of ultrasonic
frequency emission zones are individually aligned sub-
stantially equidistant to a point located both forward
from and centered on the array of ultrasonic frequency
emission zones.

39. The parametric loudspeaker system of claim 38,
wherein the point located both forward from and centered on
the array of ultrasonic frequency emission zones is at a dis-
tance of greater than 0.33 meters.

40. The parametric loudspeaker system of claim 38,
wherein the point located both forward from and centered on
the array of sound emission areas is at a distance of greater
than 3.0 meters.

41. The parametric loudspeaker system of claim 38,
wherein the point located both forward from and centered on
the array of ultrasonic frequency emission zones is at a dis-
tance between 0.33 to 3.0 meters.

42. A method for increasing a parametric output of a para-
metric loudspeaker system, comprising the steps of’

providing multiple ultrasonic frequency emission zones in

the parametric loudspeaker to output signals in a fre-
quency band;

correlating and controlling phase relationships of the ultra-

sonic frequency emission Zones to increase phase coher-
ence between each ultrasonic frequency emission zone
to maximize parametric output, wherein said controlling
and correlating includes offsetting a frequency of a car-
rier signal applied to each emission zone from a resonant
frequency of each emission zone in view of a rate of
change of phase of each emission zone in a vicinity of
each resonant frequency; and

emitting a plurality of parametric ultrasonic waves from

the ultrasonic frequency emission zones, wherein the
correlated phase relationship increases the parametric
output.
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43. A method for increasing a parametric output of a para-
metric loudspeaker system, comprising the steps of:
providing an ultrasonic frequency generator configured to
generate a carrier signal having a first ultrasonic fre-
quency, the generator being coupled to at least two ultra-
sonic frequency emission zones of an emitter, each emis-
sion zone having a resonant frequency:
offsetting the first ultrasonic frequency of the carrier signal
from each resonant frequency in view of arate of change
of phase of each emission zone in a vicinity of said
resonant frequencies to produce an offset carrier signal
having an offset carrier ultrasonic frequency;

modulating the offset carrier signal with an audio signal
having a sonic frequency to produce a sideband signal
having at a second ultrasonic frequency such that the
second ultrasonic frequency essentially differs from the
offset carrier ultrasonic frequency by the sonic fre-
quency; and

producing a plurality of parametric ultrasonic waves from

the at least two ultrasonic emission zones, wherein the
emission zones are driven by an ultrasonic parametric
signal comprising the offset carrier signal and the side-
band signal, the offset carrier signal enabling an
increased phase coherence between the plurality of para-
metric ultrasonic waves resulting in an increased acous-
tical amplitude when the plurality of parametric ultra-
sonic waves add together.

44. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by at least 1%.

45. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by up to 5%.

46. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by 2% to 4%.

47. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by at least 400 Hertz.

48. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by up to 2000 Hertz.

49. The method as in claim 43, wherein offsetting the first
ultrasonic frequency further comprises the step of offsetting
the first ultrasonic frequency of the carrier signal from each
resonant frequency by 400 Hertz to 2000 Hertz.
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